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Use the first X10 with an audio inputting, the other X10 begin to call
the former and broadcast its inputting, the following is the solution
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1. the audio resource don't open the function
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2. the interface of outer sound inputting

The caller



3-1. using the interface to link the press button
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Advanced
Press-to-Talk Number1: L. Line: P2P Account
Volume the callee's ip
Press-to-Talk Number2: Line: P2P Account
teifezst Press Again to End Call by the first press, you can begin

the session and listen the sound
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3-3. linking the speaker,you can listen the first X10's inputting
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